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B. Ramabhadran, R. Schlüter, A. Sethy, and P. C. Woodland, “A high-performance Cantonese key-
word search system,” in IEEE International Conference on Acoustics, Speech and Signal Processing,
ICASSP 2013, Vancouver, BC, Canada, May 26-31, 2013, pp. 8277–8281, IEEE, 2013

116. X. Liu, M. J. F. Gales, and P. C. Woodland, “Paraphrastic language models and combination with
neural network language models,” in IEEE International Conference on Acoustics, Speech and Signal
Processing, ICASSP 2013, Vancouver, BC, Canada, May 26-31, 2013, pp. 8421–8425, IEEE, 2013

12



117. M. S. Seigel, P. C. Woodland, and M. J. F. Gales, “A confidence-based approach for improving
keyword hypothesis scores,” in IEEE International Conference on Acoustics, Speech and Signal
Processing, ICASSP 2013, Vancouver, BC, Canada, May 26-31, 2013, pp. 8565–8569, IEEE, 2013

118. P. Lanchantin, P. Bell, M. J. F. Gales, T. Hain, X. Liu, Y. Long, J. Quinnell, S. Renals, O. Saz,
M. S. Seigel, P. Swietojanski, and P. C. Woodland, “Automatic transcription of multi-genre media
archives,” in Proceedings of the First Workshop on Speech, Language and Audio in Multimedia,
Marseille, France, August 22-23, 2013 (G. Gravier and F. Béchet, eds.), vol. 1012 of CEUR Workshop
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